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Key Benefits
Voice Functionalities

Mediatrix ® Liaison

o Carrier-grade voice quality 2-port ADSL VolP Access Device
@ T.38 support
a PSTN bypass option available for

emergency calls

Ease of configuration and
management
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Automatic firmware and configuration file
download

SNMPv3 and web management

TFTP or HTTP auto-provisioning

Network functionalities

The Mediatrix Liaison
combines a VolP
gateway and an
ADSL broadband
modem to offer an all-
in-one solution for
residential and SOHO
customers. The Mediatrix Liaison allows a rapid and cost efficient
deployment of VolP services by providers already offering ADSL

@ NAT/NAPT/ Firewall , : _ Al

@ Dual PVC support (bridge mode) broadband connection, while preserving the end-users’ existing
@ PPPoA, PPPOE and DHCP client analog phone and fax investment.

@ Interoperable with equipment from

leading industry vendors

Enhanced Telephony Features

Mediatrix Liaison Overview

a Multiple SIP Proxy support via DNS SRV
@ Codec selection: G.711 (a-law and m- The Mediatrix Liaison connects up to two analog pho nes and/or
law), G.723.1, G.726, G.729A faxes, as well as a PC or a home router to an IP ne  twork.
@ T.38, fax tone detection and pass-
:hrough onG.711 1P dial With a diverse set of management tools, the Mediatrix Liaison
: IE"(E‘;L C'%':}gggﬂgg , Dyn:‘r#?g Jitter Buffer facilitates the deployment of VoIP network applications. Service
/ Voice Activity Detection / Silence providers as we_II as enterprise promoting telework_lng can take
Suppression advantage of this all-in-one product to connect residential and SOHO
@ Message Waiting Indication, including via workers.
FSK
@ Flash hook event signaling As all other Mediatrix devices, the Liaison provides a convenient web
o Caller ID Generation (Name & Number) interface, giving users access to the unit for initial set-up. The device
as per Bellcore DTMF or FSK can also auto-provision its configuration by fetching its encrypted
° ?:"Ul'l“g'e COU(;‘}“ét(l’I”Te SUP]PW; cont profile from a TFTP or HTTP server, thereby making installation
e CZ” | grz;l;lla\;VaitinZ su?;osner onterence secure and transparent to the end-users. To further facilitate
o Optional PSTN Bypass on power failure / deployments, factory loaded configurations are possible.

loss of WAN / special number dialing

Enhanced ADSL Features

In addition, an optional intelligent PSTN bypass allows the Mediatrix
Liaison user to make emergency calls and maintain its phone service

o ADSL, ADSL2, ADSL 2+, ADSL G-lite in the event of a power outage or network failure. The bypass can be
@ Internal splitter included to separate activated automatically when a specific digit sequence is dialled,
voice and DSL traffic (with PSTN bypass such as 911
option) ’
a VPN pass-through support with bridging

Sales Department

Americas - Tel: 1-877-GET-VOIP / (877) 438-8647 Tel: (514) 285-0058 Fax: (514) 842-0125

Europe, Middle East, Africa - Tel: +39-02-84742280 Fax: +39-02-84742212

MIP-GES051107 LiaisonProductBrochure




Technical Specifications Applications

IP Telephony Protocol Remote Line Extension in Private Networks
& SIP - RFC3261

Vocoders

@ G.711 (a-law, mlaw) with optional VAD
support, G.723.1, G.726, G.729a

Echo Cancellation
& G.168

Silence Suppression

@ Silence detection / suppression and
Comfort Noise Generation level
software adjustable.

Real-Time Transport Protocol
% RTP/RTCP - RFC1889, RFC1890,
RFC2833, RFC3389

Network Management Protocols
& SNMPv3, DHCP — RFC2131, RFC2132 .
! ' ' Value Proposition
TFTP — RFC1350, RFC2347, RFC2348, @ Extend the reach of the IP PBX Analog Line Extensions to remote
RFC2349, Syslog — RFC3164, HTTP SOHO via IP network
1.0 — RFC1945, HTTP 1.1 — RFC2616, or

Basic and digest HTTP authentication - Connect your remote locations through VolP while maintaining your
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RFC2617 PBX/KTS infrastructure
ADSL WAN Connection € Maintain most analog call features via Hook Flash Relay and DTMF
@ ADSL/G.992.1, ADSL G.lite/G.992.2, signalling

ADSL2/G.992.3, ADSL2+/G.992.5 @ Maintain 911 emergency capability

LAN Connection
@ 110/100 Base T Ethernet Rj-45
connector

Analog Connection
@ 2 RJ-11 connectors, analog phone / fax
(FXS) interface.

Bypass Connection
@ 1 RJ-11 connector, PSTN bypass

Data Features

@ PPPoE client — RFC1332, RFC1661,
RFC1334, RFC1994, RFC2516,
RFC1471, RFC1472, RFC1473,
RFC1877

Hosted Applications for Residential and SOHO'’s

@ PPPoOA - RFC2364
@ DHCP server
@ NAT/NAPT
@ STUN client
@ Bridged Ethernet over ATM — RFC2684 .
Value Proposition
QoS ) @ Deploy carrier-grade voice solutions
@ Tos, DiffServ, 802.1p, 802.1Q @ Benefit from superior ease of configuration and remote management
Unit Dimensions and Weight @ Take advantage from thorough interoperability with all major
@ 49cmx22.0cmx17.6cm softswitches on the market

@ 19in.x8.7in.x6.9in
@ Unit Weight 5459
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